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ABSTRACT

This thesis proposes the hardware and software development of a computer based

controlled system which can transmit and speak the message automatically when an

emergency (i.e. occurs in the building). The system shall incoporate automatic dialing

and message transmission. The present systems are not very useful in order to locate the

specific place and to get an immediate help. With this system, the specific data (i.e. the

place and address) of an event is especially known and with this data, an immediate

action can be done. The security system of the building will be more safe and the

number of manpower can be reduced.
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CHAPTER \

1.0 INTRODUCTION

The objective of this project is to develop a computer based controlled system

which can transmit and speak the message automatically when an emergency

occurs in the building. This system uses voice synthesizer technique. In this

project, the stored speech is used. This type of voice synthesizer used the human

voice and then play it back. This system also can dial automatically where it can

lead to intelligent building system. The block diagram of the system is shown in

Figure 1.0. The project is divided into two parts where the first part is hardware

and the second part is software. The project is mainly based on software. The

program must be intelligent enough to dial automatically and process the

information when an emergency occurs in the building but due to the limited

time, it is impossible to complete it. The software development allows users to

enter their messages about the place, telephone number and to get an immediate

help. This message will be stored permanently in hard disk When an emergency

occurs, the data from hard disk will be taken and store it temporary in the SRAM.

The implementation of the project is as follows :

i). Voice is recorded in the SRAM.

ii). Data from SRAM will be transferred and stored permanently into the hard

disk.
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